WebRTC as RTMP re-publishing

* [pumep pe-nybnukauyun WebRTC ayauno / Bugeo notoka kak RTMP
* Kop npumepa
® PaboTa c Kogom npumepa

Mpumep pe-nybnukaummn WebRTC ayano / Bugeo notoka kak RTMP

[aHHbIn npyMep NokasbiBaeT Kak 13 6pay3epa MOXHO OTNpasuTbL ayano 1 Buaeo Ha cepsep no TexHonorun WebRTC v ganee nepeHanpasuTb
NoJlyYeHHbI TpaduK Ha 3TOT XKe UK Ha Jpyron cepsep no npotokony RTMP.

Ha ckpuHLOoTe Huxxe 6paysep yctaHoBun nogkitodeHne k WCS-cepsepy 1 OTNpaBsieT ayamo v BUAEO Ha CepBep, rae NPovucXoauT pe-nybnmkaums
Ha localhost no npotokony RTMP.

WebRTC as RTMP re-publishing

Local RTMP Target Details

RTMP URL rimp:/flocalhost:1935/live

Stream test

RTMP playback URL

Copy this URL to a third party player to play
rimp:/focalhost: 1935/live/tmp_test

ws://localhost:8080 Stop

& rtmp://localhost: 1935/ live/tmp_test - VLC media player - a X
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YT06bI BOCNPOU3BECTY NEPeHanpasieHHbI MOTOK, HEO6XOAMMO CKONMPOBATL CCbINKY B CTOPOHHMIA RTMP nneep, Hanpumep, B VLC.

Kopn npumepa

Kop naHHoro npumepa Haxogutca Ha WCS-cepsepe no crnegytoLlemy nyTu:
/ustr/local/FlashphonerWebCallServer/client2/examples/demo/streaming/webrtc-as-rtmp-republishing
webrtc-as-rtmp-republishing.css - cdainn ctunen

webrtc-as-rtmp-republishing.html - cTpanuua npumepa

webrtc-as-rtmp-republishing.js - ckpunt

TecTmpoBaTtb AaHHbIN MPUMEP MOXKHO MO cnefytoLwemMy agpecy:

https://host:8888/client2/examples/demo/streaming/conference/webrtc-as-rtmp-republishing.html

3peck host - agppec WCS-cepsepa.

PaboTa ¢ kogom npumepa



[Onsa pasbopa Koga Bo3bMeM Bepcuio dharina webrtc-as-rtmp-republishing.js ¢ xewwem ecbadc3, koTopas HaxoauTCs 30echb U AOCTYNHA ANs CKayMBaHUs
B COOTBETCTBYIOLLEW c6opke2.0.212.

CkpunT cospaet nogkntodeHne k WCS-cepaepy v ynpasnsieT nybnukaumnein WebRTC noToka.
1. MHnumnannzaums API.

Flashphoner.init() code

Fl ashphoner.init();

2. MopkntoyeHne K cepeepy.

Flashphoner.createSession() code

Fl ashphoner. creat eSessi on({url Server: url}).on(SESSI ON_STATUS. ESTABLI SHED, function(session){

D)

3. Mony4eHue oT cepBepa cobbITUsi, MOATBEPXKAAIOLLErO YCreLlHOe CoeanHeHVe.

ConnectionStatusEvent ESTABLISHEDcode

Fl ashphoner . creat eSessi on({url Server: url}).on(SESSI ON_STATUS. ESTABLI SHED, function(session){
/I session connected, start stream ng
start Stream ng(session);

}) . on( SESSI ON_STATUS. DI SCONNECTED, function(){

}). on( SESSI ON_STATUS. FAI LED, function(){

9]

4. My6nnkauma WebRTC BugeonoToka ¢ penybnukauuein Ha RTMP-cepsep.
session.createStream(), stream.publish() code

Mpwn cospaHum noToka meTtody createStream() nepepaetcs napameTp rtmpUrl, koTopbit cogepxxut agpec RTMP-cepBepa ansi pe-nybnvkauum aToro
noToka.

Nms pe-nybnnkyemoro RTMP notoka ¢opmMmpyeTcst N3 ctaHgapTHOro npedukca, ykasaHHoro B onumm rtmp_transponder_stream_name_prefix B daiine f
lashphoner.properties, n napameTtpa streamName

session. createStrean({
nane: streanmNane,
di splay: |ocal Video,
cachelLocal Resources: true,
recei veVi deo: false,
recei veAudi o: fal se,
rtmpUrl: rtnpUrl

}). publ i sh():

5. Mony4eHune oT cepBepa cobbITUs, NOATBEPXKAAIOLLErO YCMELLUHYO Ny6amMKaumio NoTokKa.

StreamStatusEvent PUBLISHING code

session. createStrean({

}) . on( STREAM _STATUS. PUBLI SHI NG, functi on(publishStreamn{
set St at us( STREAM_STATUS. PUBLI SHI NG) ;
onSt arted(publishStrean;
sendDat aToPl ayer () ;

}) . on( STREAM STATUS. UNPUBLI SHED, function(){

}) . on( STREAM _STATUS. FAI LED, function(){

}).p.uiol.ish();


https://github.com/flashphoner/flashphoner_client/blob/a50755e29880257c90aef69bcaac7843236e3ad0/examples/demo/streaming/webrtc-as-rtmp-republishing/webrtc-as-rtmp-republishing.js
https://flashphoner.com/downloads/builds/flashphoner_client/wcs_api-2.0/flashphoner-api-2.0.212-ecbadc3d0850a638ae9eb784708539780a1ffbef.tar.gz
https://github.com/flashphoner/flashphoner_client/blob/a50755e29880257c90aef69bcaac7843236e3ad0/examples/demo/streaming/webrtc-as-rtmp-republishing/webrtc-as-rtmp-republishing.js#L15
https://github.com/flashphoner/flashphoner_client/blob/a50755e29880257c90aef69bcaac7843236e3ad0/examples/demo/streaming/webrtc-as-rtmp-republishing/webrtc-as-rtmp-republishing.js#L58
https://github.com/flashphoner/flashphoner_client/blob/a50755e29880257c90aef69bcaac7843236e3ad0/examples/demo/streaming/webrtc-as-rtmp-republishing/webrtc-as-rtmp-republishing.js#L58
https://github.com/flashphoner/flashphoner_client/blob/a50755e29880257c90aef69bcaac7843236e3ad0/examples/demo/streaming/webrtc-as-rtmp-republishing/webrtc-as-rtmp-republishing.js#L76
https://docs.flashphoner.com/pages/viewpage.action?pageId=1049300
https://docs.flashphoner.com/pages/viewpage.action?pageId=1049300
https://github.com/flashphoner/flashphoner_client/blob/a50755e29880257c90aef69bcaac7843236e3ad0/examples/demo/streaming/webrtc-as-rtmp-republishing/webrtc-as-rtmp-republishing.js#L83

6. ®opmmposaHe URL RTMP-noToka i 0TO6paXkeHUst Ha CTPaHMLE U KOMMPOBaHNSA BO BHELLHWIA nneep

sendDataToPlayer() code

functi on sendDat aToPl ayer () {
var player = docunent. get El enent Byl d("pl ayer");
var host = field("rtnpUrl")
.replace("l ocal host", w ndow. | ocation. hostnane)
.replace("127.0.0.1", wi ndow. | ocation. hostnane);

var rtmpStreanPrefix = "rtnp_";
var url = host + "/" + rtnpStreanPrefix + field("streanmName");
pl ayer. set URLt oFl ash(url);


https://github.com/flashphoner/flashphoner_client/blob/a50755e29880257c90aef69bcaac7843236e3ad0/examples/demo/streaming/webrtc-as-rtmp-republishing/webrtc-as-rtmp-republishing.js#L112
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