3BOHOK Ha MobubHbIN TenedoH 4Yepes SIP cepsep

* OnwncaHve

* Moppepxxunsaemble NnathopMbl 1 6pay3epsbl

® [lopaep’kmBaemMble MPOTOKOSbI
* [lopgpepxmBaemMble Kogekun
* Moppepxunsaemble SIP dyHKLMN
® Cxewma paboTbl

® KpaTtkoe pyKOBOACTBO MO TECTUPOBAHMIO

® [locnepoBaTteNbHOCTb BbiNONHeHWs onepauuii (Call Flow)

SIP 3BOHOK Ha MOBGMNbHBIN TeNedoH SBASAETCA YaCTHbIM CllydaeM 3BOHKOB Mexay 6pay3epom un SIP-ycTponctsom, npu atom SIP-cepsep nmbo cam
npegoctasnset ycnyrn GSM/PSTN wnto3a, nmbo COEANHSAETCA C TAKOBbLIM B NMPOLIECCE 3BOHKA.

OnucaHne

Mopaep>xnBaemble NnaTopmMbl 1 Gpay3epbl

Chrome | Firefox = Safari 11 = Edge

Windows + + +
Mac OS + + +
Android + +

i0S - - +

Moppep>KnBaeMble NPOTOKOSbI

* WebRTC
* RTP
e SIP

Mopaep>xvBaemMble KOOEKN

* H.264
* VP8

* G.711
* Speex
* G.729
* Opus

Moppnepxxusaemble SIP dyHKLMN
* DTMF

® YpepikaHue 3BOHKa
® [lepeBop 3BOHKA

SIP dyHkumm ynpasnsatoTcs npy noMowmREST API.

Cxema paboTbl

Browser - Caller

1. [call/startup

5. WebRTC WCS

. WCS coegunsietcsi ¢ SIP-cepBepom

2. 8IP

5.RTP

. Bpaysep HauuHaeT 3BoOHOK Cc nomoLlbio REST-BbI3oBa /call/startup

SIP

R WN =

. SIP-cepsep coeauHseTcs ¢ GSM/PSTN wnio3om
. GSM/PSTN w03 coeamnHsieTcsi ¢ TenedoHoOM
. Bpaysep v TenedoH o6MeHMBaOTCS ayanMonoTokaMmmn

3.sIP

5. RTP

GSM/PSTN
Gateway

4. GSM

GSM Phone - Callee


https://docs.flashphoner.com/pages/viewpage.action?pageId=1049167#id-SIP-REST-

KpaTkoe pyKoBOACTBO MO TECTUPOBAHUIO

1. na TecTMpOBaHUS UCMONb3YeM:

* nBa SIP-akkayHTa;
* Be6-npunoxeHnePhone Ulans coBepLueHnst 3BOHKa;
® MO6WNbHbIN TenedoH Asi OTBETA HA 3BOHOK.

2. OtkpoinTe Beb-npunoxexne Phone Ul. Haxmute Log in n BBeauTe AaHHble SIP-akkayHTa:

Phone

|| B =
< S o S
5 WL |

login:

auth. name:
password:
domain:
outbound proxy:

port:

WKPO09
WKPO09
yoursip.net
yoursip.net
5060

cancel

3. Beegnte Homep MobunbHOro TenedoHa u Haxmmte Voice call. HauHeTcs JO3BOH:



https://demo.flashphoner.com/client2/examples/demo/sip/phone-ui/Phone.html

VKPOOS Log out

(4

calling to 8973 eeswee

4. Ha akpaHe MobunbHOro TenegoHa oTobpa)kaeTcsl BXOASALLNI BbI30OB:



1 L3
all 7

MTS RUS

17222 222-22-77

N\

CaBrHbTE BBEPX

5. MpumnTe 3BOHOK HAa MOBUNBHOM TenedoHe:



I
all 7

+7222 222-72-77
MTS RUS

|l +

Yaepxatb [NobasuTts
BbI30B

=T D
OTkan. AnHamuk MaHenb Habopa
MUKpPOdOH

E

3aBeplunTb BbI3OB

6. B 6paysepe Takxe oTobpaxaeTcsi yCTaHOBIEHHOE coeVHEHNE



591 3 A A

00:25

f Hangup

7. s 3aBepLUeHns 3BOHKA HaXxmMuTe KHornky "Hangup".

[MocnepoBaTenbHOCTL BbINONHEHNS onepaumii (Call Flow)

Huxxe onncaHa nocnefoBaTenbHOCTb BbI3OBOB NPU UCMONBL30BaHUN Npumepa Phone ans cospgaHnst 3BoOHKa
Phone.html

Phone.js


https://github.com/flashphoner/flashphoner_client/blob/c306c1bbf49bfcbd8e24be927ae95f63b7dbaaba/examples/demo/sip/phone-ui/Phone.html
https://github.com/flashphoner/flashphoner_client/blob/c306c1bbf49bfcbd8e24be927ae95f63b7dbaaba/examples/demo/sip/phone-ui/Phone.js

WCS

1. call Callee

2.SIP/INVITE

SIP

7. onCallStatus ESTABLISHED

8. WebRTC audio stream

6. SIP /200 OK

8. RTP audio stream

3. SIP/INVITE Callee

GSM /
PSTN

5.8IP /200 CK

& RTP audio stream

4.GsSM

8. GSM voice data

9. call.hangup()
10. SIP/BYE
13. SIP /200 OK
1. CospaHune 3BoHKa:
session.createCall(), call.calljcode
var outCall = this.session.createCall ({

cal l ee: callee,

vi si bl eNane: this.sipOptions.|ogin,
| ocal Vi deoDi spl ay: this.|ocal Video,
renot eVi deoDi spl ay: this.renoteVideo,

constraints: constraints

1)

outCall.call();

2. YctaHoBKa coeguHeHus ¢ SIP-cepsepoM

3. YcTtaHoBka coeguHeHuss ¢ GSM/PSTN Lwinio3om

4. YcTaHoBKa COeAMHEHUSI C MOBWbHBIM TEPMUHAIOM

5. Mony4eHune nogreepxaeHnst ot GSM/PSTN wnio3a

6. Mony4yeHune nogTeep>xxaeHus ot SIP-cepeepa

7. Mony4eHune oT cepBepa cobbITUS, NOATBEPXXAAIOLLErO YCMNELIHOE COeANHEHNE.

CallStatusEvent ESTABLISHEDcode

11.8IF / BYE

12.SIP / 200 OK.



https://github.com/flashphoner/flashphoner_client/blob/c306c1bbf49bfcbd8e24be927ae95f63b7dbaaba/examples/demo/sip/phone-ui/Phone.js#L96
https://github.com/flashphoner/flashphoner_client/blob/c306c1bbf49bfcbd8e24be927ae95f63b7dbaaba/examples/demo/sip/phone-ui/Phone.js#L96

var outCall = this.session.createCall ({
cal l ee: callee,
vi si bl eNane: this.sipOptions.|ogin,
| ocal Vi deoDi spl ay: this.|ocal Video,
renot eVi deoDi spl ay: this.renoteVideo,
constraints: constraints

}) . on( CALL_STATUS. ESTABLI SHED, function(call){
ne. cal | StatusLi stener(call);

1)

outCall.call();

8. CTOPOHbI 3BOHKA 06MEHNBAIOTCA ayANOMNOTOKOM
9. 3aBepLUeHNE 3BOHKA

call.hangup()code

Phone. prot ot ype. hangup = function () {
trace("Phone - hangup " + this.currentCall.id() + " status " + this.currentCall.status());
t his. hi deFl ashAccess();
if (this.currentCall.status() == CALL_STATUS. PENDI NG {
this.call StatusListener(this.currentCall);
} else {
this.currentCall.hangup();

}
t hi s. fl ashphoner Li st ener. onHangup() ;

10. OTnpaska komaHabl Ha SIP-cepeep
11. OTnpaska komaHabl Ha GSM/PSTN wnio3
12. Monyyenne noaTeepxxaeHns ot GSM/PSTN wnio3a

13. MonyyeHune nogTeep>xaeHus ot SIP-cepBepa


https://github.com/flashphoner/flashphoner_client/blob/c306c1bbf49bfcbd8e24be927ae95f63b7dbaaba/examples/demo/sip/phone-ui/Phone.js#L96

	Звонок на мобильный телефон через SIP сервер

