Stream capture from dump file

® Stream capture of UDP audio and video traffic from dump file
® RTSP-interleaved stream capture from dump file

Stream capture of UDP audio and video traffic from dump file

WCS can automatically capture and play stream from the specified file in Pcap format. The file must be formed with tcpdump or any other tool to collect
IP packets. This feature is useful primarily for debugging in the development of applicationsto

File name must be set inaudioPort-videoPort-name.pcap form, for example

pul | _streans=pcap://31070- 31072-t est. pcap

where 31070 is audio packets port and 31072 is video packets port.

SDP file must be added to every pcap file. SDP file must be named similarly to pcap file

31070- 31072-t est . pcap. sdp

SDP file example:

v=0

o=CGateway-0.0.0.666 0 O IN IP[local _ip_type] [local _ip]
S=-

c=IN I P[local _ip_type] [local _ip]

t=0 0

mraudi o 0 RTP/ AVP 0 101

a=rt pmap: 0 PCMJ 8000

a=rt pmap: 101 t el ephone- event/ 8000
a=sendrecv

nFvi deo 0 RTP/ AVP 112

a=rtpmap: 112 H264/ 90000

a=fnt p: 112 profile-level -i d=42e01f; packeti zati on- node=1
a=content: main

a=rtcp-fb:* ccmfir

a=rtcp-fb:* nack pli

a=sendr ecv

Dump file and SDP file must be placed to/usr/local/FlashphonerWebCallServer/media directory on server.

RTSP-interleaved stream capture from dump file

For debugging purpose, WCS includes the utility to capture RTSP stream from file obtained by tcpdump or any other IP packets dump collection tool.
Then, the stream is published via RTSP, emulating IP camera. In its turn, WSC can capture RTSP stream from this "camera". The feature is useful when
RTSP-source itself is not accessible, but there are dump files of stream from that source. The utility works with RTSP iterleaved session files only.

To launch utility the following parameters mus be set:
® adirectory containing dump files on server
® aport to listen RTSP incoming connections
® asource port for the stream dumped
® a condition to handle dropped packets

Launch example:

java -Dcom fl ashphoner. f ns. AppHone=/ usr /| ocal / Fl ashphoner WbCal | Server -cp /usr/| ocal/Fl ashphoner WebCal | Server
/libl/tbs-flashphoner.jar:/usr/local/FlashphonerWbCal | Server/lib/* com flashphoner.tools.rtsp. Rt spPcapServer
[usr/1ocal / Fl ashphoner WebCal | Server/ pcaps 3554 2554 true

Where


https://docs.flashphoner.com/display/WCS5EN/Automatic+streams+capture+on+server+start

/usr/local/FlashphonerWebCallServer/pcaps - directory on server
3554- port on which IP camera will be emulated

2554- source port for dump file (real IP camera)

t r ue- ignore packets dropped while collecting dump file.

If WCS is launched on this server, the second parameter port number should be out of ranges used by WCS. The stream that will be available on this
port, will be named as the stream in the dump file.

The utility prints all information to stdout. Foe example, if there is one file log.pcap in/usr/local/FlashphonerWebCallServer/pcaps directory, the following
will be prited to console:

04: 35: 20, 721 | NFO Rt spPcapServer - Starting

04: 35: 22, 244 | NFO Rt spPcapServer - Avail abl e sources:

04: 35: 22, 245 | NFO Rt spPcapServer - Source{path=/usr/local/Fl ashphoner WebCal | Server/pcaps/| og. pcap,
pcap=i 0. pkts. Pcap@a39699c, stream=RTSPStrean{config=8, data=22052, streanmNane='livel. sdp'}}

04: 35: 22, 245 | NFO Rt spPcapServer - Starting PCAP RTSP server

04: 35: 22,407 | NFO Rt spPcapServer - Listening PCAP RTSP on address /0.0.0.0 port 554

In this case, stream can be captured from address

rtsp://hostnane/live. sdp

where hostname is server name with utility running.

If the directory contains a number of dump files, the stream names should not be the same, only one of such streams will be captured.
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