
WebRTC-SIP gateway functions
DTMF support
SIP calls in a WebRTC-compatible browser
SIP calls using Android SDK
SIP calls using iOS SDK
SIP complex functions

A call between two browsers made via the SIP server
A call to a SIP conference
A call to a mobile phone via the SIP server
Known issues

https://docs.flashphoner.com/display/WCS52EN/DTMF+support
https://docs.flashphoner.com/display/WCS52EN/SIP+calls+in+a+WebRTC-compatible+browser
https://docs.flashphoner.com/display/WCS52EN/SIP+calls+using+Android+SDK
https://docs.flashphoner.com/display/WCS52EN/SIP+calls+using+iOS+SDK
https://docs.flashphoner.com/pages/viewpage.action?pageId=9242505
https://docs.flashphoner.com/display/WCS52EN/A+call+between+two+browsers+made+via+the+SIP+server
https://docs.flashphoner.com/display/WCS52EN/A+call+to+a+SIP+conference
https://docs.flashphoner.com/display/WCS52EN/A+call+to+a+mobile+phone+via+the+SIP+server
https://docs.flashphoner.com/display/WCS52EN/Known+issues
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