Redirecting a stream to a SIP call using

/call/inject_stream

Redirecting a stream published on server

1. Forthetest we use:
« two SIP accounts;
o asoftphoneto answer to the call;
o the REST client in the Chrome browser;
o the OBS Studio program to broadcast an RTMP stream.

2.Run the RTMP stream broadcast program. Configure and start broadcasting to your
WCS server using the following parameters:

DOV (Mo} & s I-RY1YZEI rtmp : / /demo . flashphoner.com:1935/1ive/

* Stream key: (ESSIR0
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3. Open the REST client. Send the query to the WCS server, and in the query
parameters specify the following:

o parameters of your SIP account the call is made from


https://chrome.google.com/webstore/detail/advanced-rest-client/hgmloofddffdnphfgcellkdfbfbjeloo

« the name of your second SIP account the callis made to

Method Request URL
POST ~ http:/p16.flashphoner.com:8081 /rest-api/call/startup

Parameters A

Headers Body

Body content type Editor view
application/json ~ Rawinput -

FORMAT JSON  MINIFY JSON

"callrd":"12345678913",
“callee":"10007",
"hasAudio™:"true”,
"hasvideo™:"true”,
"sipLogin":"16006",
"sipAuthenticationName":"10006",
"sipPassword":"* oy
"sipDomain”:"domain.net",
"sipoutboundProxy"”:"domain.net",
"sipport":"5e60",
"appKey":"defaultApp”,
"sipRegisterRequired": "true"
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4. Receive the callin the softphone:
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5. From the REST client send the [N L LA aais query to the WCS server
and specify the following parameters:

¢ theidentifier of the call



« thename of the broadcast stream

Method Request URL
POST ~ http://p16.flashphoner.com:8081/rest-api/call/inject_stream/startup

Parameters ~

Headers Body

Body content type Editor view
application/json ~ Raw input -

FORMAT JSON  MINIFY JSON

{
"call1id": ”VTIZ'V’nVyODgEHZQZGGZiY‘.‘lI‘-l?TZGQ]OTUSHT-\EC"jdkMZg” 3
"streamName": "obsStream"

}

pLslel @ 491.34 ms
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6. Make sure the broadcast is playing in the softphone.

7. To terminate the call, click the corresponding button in the softphone.

Injecting stream from file

VOD stream from file can be injected to SIP call. If there is video in file, and
parameter set for the call, video also will be injected. To do this, file name should be set as

strem name:

“callId":"123456711",

"streamName": "vod://file.mp4"

Stopping stream injection

To stop stream injection to SIP call, send the following REST query

/call/inject_stream/terminate

{
"callld":"123456711"

}



file:///opt/TeamCityAgent/work/e8d9ff752ef6fac0/site/WCS52/Streaming_video_functions/Stream_capturing_and_publishing_to_the_server/Capturing_VOD_from_a_file/

