Video ABR playback using WebRTC statistics
data

HauynHasn co c6opkn WCS 5.2.1663 n c6opkn SFU SDK 2.0.231 nopaep)xxmBaetcs
aBTOMaTUYeCcKoe NepekItoyeHne Mexay AOCTYNHbIMKU KayecTBaMu ABR npu nameHexHnn
COCTOSIHUA KaHana. Bbibop KayecTBa OCHOBbIBaEeTCA Ha cnegytowux napamerpax WebRTC
CTAaTUCTUKN NPOUTPbIBaHUS

¢ nackCount
o freezeCount

o packetsLost

Ecnu xoTs 6bl OAUH U3 3TUX NapaMeTPoOB Pe3Ko U3MeHucsa 6onee Yem Ha 10 NyHKTOB,
KaHan cuMTaeTcs HEMPUroAHbIM AN MPOUTpbiBaHUSA TeKyLLero kayecTsa BUAEO, 1 6yaeT
chenaHa nonbiTKa NepektoYnTbCs Ha 6oJiee HU3KOe KayecTRBo.

MapaMeTpbl NepekItoYeHUss HacTpanBatoTca Npu Bbi3oBe GQYHK LMY RIS R AT a 0N

code

const displayOptions =
quality:true,
autoAbr: true
%
const abrOptions =
thresholds: [
{parameter: "nackCount", maxLeap: 10},
{parameter: "freezeCount", maxLeap: 10},
{parameter: "packetsLost", maxLeap: 10}
1,
abrKeepOnGoodQuality: ABR_KEEP_ON_QUALITY,
abrTryForUpperQuality: ABR_TRY_UPPER_QUALITY,
interval: ABR_QUALITY_CHECK_PERIOD
%
const display = initRemoteDisplay(
state.room,
document.getElementById("remoteVideo"),
displayOptions, abrOptions,
createDefaultMeetingController,
createDefaultMeetingModel,
createDefaultMeetingView,
oneToOneParticipantFactory(remoteTrackProvider(state
)
state.setDisplay(display);

await state.room.join(state.pc, null, null, 1);



https://flashphoner.com/downloads/builds/WCS/5.2/FlashphonerWebCallServer-5.2.1663.tar.gz
https://flashphoner.com/downloads/builds/flashphoner_client/sfu-sdk/sdk/flashphoner-sfu-sdk-2.0.231-7af9b2006502f71af35b48ad2d1a2b7bed38a684.tar.gz
https://github.com/flashphoner/sfu_sdk/blob/fbdb55fedb282423ab2472dd183d631f58e73bc4/examples/src/webrtc-abr-player/player.js#L197

3pech:

o EILCE el VNSRS - HTepBan B MUIICEKYHAAX, B TeYEHNE KOTOPOro 6yaeT
NpourpbIiBaTbCs TeKyLee Ka4yecTBO BUAEO 6e3 pe3kux ckaykos napametpoB WebRTC
CTaTUCTUKMU

o Bl RESIRIL I NEREREY) - iHTepBal B MUIIIMCEKYHAAX, MO UCTEYEHUN KOTOPOro 6yaeT
npeanpuHsATa NonbiTKa NEPEKNOYUTLCS Ha 60J1ee BbICOKOE JOCTYMHOE KayecTBO
BUAEO, eCNU He 6bIN0 pe3kunx ckaykos napamMmetpos WebRTC cTaTucTunku

o TSN - vHTtepsan c6opa WebRTC cTaTUCTUKM B MANSIMCEKYHAAX

Ecnun kakoe-To KayecTBO BbIGpaHO BPYYHYHO, OHO BYZET NPOUrpbIBaTbCA AaXKe Npu
yxyaweHun napametpoB WebRTC cTtaTuctunku.



