[lyénunkauus n BocnponsBeaeHne notoka no
WebRTC yepes TCP

OnucaHue

Kak npaBuno, gnsa nepegayn WebRTC mMeanagaHHbiX Ha TPaHCMOPTHOM YPOBHE
ncnonbsyetcs UDP, 370 No3BoONSIET CHU3UTDb 3aepXXKKU Npu nepegayve gaHHbix. C apyron
CTOPOHbI, B pe3ynbTaTe NOTEPb NAaKeTOB, KAYeCTBO BbICOKOOUTPeNTHbIX FUllHD n 4K
TPaHCNALUUIN CHMKAETCA faXKe Ha OTHOCUTENIbHO XOPOLUUX KaHanax.

Ecnn Heobxoammo obecneuyunTb kayectBo WebRTC-TpaHcnsaumin, WCS nossonsiet
ucnonbsoBaTb TCP Ha TpaHCNOpTHOM ypoBHe B cooTBeTcTBMU ¢ RFC 4571 1 6544,
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https://tools.ietf.org/html/rfc4571
https://tools.ietf.org/html/rfc6544

Browser 1 - Publisher

1. Websocket / publish
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2. WebRTC over TCP WCS
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T 4. WebRTC over TCP
3. Websocketi / play

Browser 2 - Player

1. Bpaysep coeauHsaeTcs ¢ cepBepoM Mo npoTokoy Websocket n oTnpaBnsieT KoMaHAay

publishStream }

2. bpay3ep 3axBaTbiBaeT MUKPOPOH 1 kamepy n otnpaBnsetr WebRTC noTok Ha cepBep
yepes TCP.

3. BTopoi 6pay3ep ycTaHaBNnBaeT coeauHeHmne Takxe no Websocket n otnpasnser

KoMaHay [RENSIELCELD.

4.BTtopoi 6paysep nonyyaetr WebRTC noTok yepe3 TCP 1 BOCNpPOM3BOAUT STOT MNOTOK Ha
CTpaHuue.

[locnepoBaTenibHOCTb BbIMOJSIHEHUS OI'IGp&lLI,VIVI

MNMocnenoBaTeNlbHOCTb BbINMOJIHEHUS ONepaLMii HEMHOIO OT/IMYaeTcs OT nyb6ankaumm
notoka no WebRTC B yacTtu yctaHoBkM WebRTC coeagnHeHus:


file:///opt/TeamCityAgent/work/e8d9ff752ef6fac0/site/ru/WCS52/Streaming_video_functions/Stream_capturing_and_publishing_to_the_server/From_a_web_camera_in_a_browser_via_WebRTC/

WCS

1. publishStream (localSDRF)

2. setRemoteSOP (TCP candidates)

3. TCP connect (audio/video ports)

WebRTC over TCP media stream

Y

1. KnueHT oTnpaBnseT cepBepy npeasioxeHue nokanbHoro SDP no Websocket.

2. KnueHTt nony4daet SDP ot cepBepa. B SDP ykasbiBatotca TCP ICE-kaHaAnpaThl:

v=0

o=Flashphoner @ 1545364895231 IN IP4 192.168.1.5
s=Flashphoner/1.0

c=IN IP4 192.168.1.5

t=0 0

m=audio 31038 RTP/SAVPF 111 8 9

c=IN IP4 192.168.1.5

a=candidate:1 1 tcp 2130706431 192.168.1.5 31038 typ host tcptype passive
a=candidate:1 2 tcp 2130706431 192.168.1.5 31038 typ host tcptype passive
a=end-of-candidates

m=video 31040 RTP/SAVPF 100 127 102 125 96
c=IN IP4 192.168.1.5

a=candidate:1 1 tcp 2130706431 192.168.1.5 31040 typ host tcptype passive
a=candidate:1 2 tcp 2130706431 192.168.1.5 31040 typ host tcptype passive
a=end-of-candidates




a=rtcp-mux
a=rtcp:31640 IN IP4 192.168.1.5

a=sendonly
a=ssrc:564293803 cname:rtp/video/1b951110-04d5-11e9-a8b5-19c6b1a7cdbb

3neco [EZTENIE - |P anpec WCS cepsepa

3. KnueHT yctaHaBnmBaeT TCP coeiMHeHVe Ha NOpThbI ANA ayauo U BUAEO AAHHbIX,
yka3saHHble B SDP, n HaunHaeT nepegayvy MeamMaaHHbIX.

AHanornyHo, nocriefoBaTeNlbHOCTb BbIMNOJIHEHMA ONepaLui Npy BOCNPOMU3BeeHNM NOToKa
6yOeT cneayoLLen:

WCS
1. playStream (localSDP)
»
2. setRemoteSDP (TCP candidates)
-
3. TCP connect (audio/video poris)
»
WebRTC over TCP media stream

A

1. KnueHT oTnpaBnseT cepBepy npeasioxeHue nokanbHoro SDP no Websocket.
2. KnueHTt nony4daet SDP ot cepBepa. B SDP ykasbiBatotca TCP ICE-kaHanpaThl.

3. KnueHTt ycTtaHaBnmBaet TCP coeguHeHne Ha NopTbl Jis ayano n BUAEO AaHHbIX,
yKasaHHble B SDP, u HaunHaeT npvemM MeanaaHHbIX.



HacTtpouka

Ncnonb3oBaHue WebRTC uepes TCP BktouaeTcsi HACTPOMKOM B
danne flashphoner.properties

=true

YnpaeneHue pasamepamMmu 6ycdhepoB Ha NpueM 1 nepenady

Pa3mepbl 6ythepoB Ana npMeMa 1 oTnpaBKy JaHHbIX HAaCTPauBatoTCs NPy MOMOLLM
creflytolMx napamMeTpoB:

=1048576

=1048576

Mo ymonyaHuio, pa3mepbl 6ypepoB ycTaHoBNEHbI B T M6.

YnpaBneHue pasMmepamMu odepeei

Pa3mepbl ouepegeit TCP nakeToB orpaHUYnBalOTCS CBEPXY M CHU3Y HAaCTPOMKaMm

=52428800

=5242880

Mo ymon4yaHuio, JONYyCTUMbIN pa3Mep ovepenen HaxoauTtes mexay 5242880 n 52428800
6anTamu

Mcnonb3oBaHue NopToB

Ona WebRTC yepes TCP ncnonbsytotca TCP nopTbl c HOMepamMu U3 gnanasoHa,
BblgeneHHoro ana WebRTC megua noptoB

YnpaeneHne WebRTC TpaHCNOpPTOM Ha CTOPOHE K/IMEHTA

HacTpoika Ha CTopoHe cepBepa BkJltoyaeT ucrnionb3oaHne WebRTC yepes TCP no
YMOJTYaHMIO Af1s1 BCeX KNIMEHTOB. [py Heo6xoaMMocTu, ucnonb3oaHue TCP nnn UDP
TpaHCnopTa MOXET 6bITb BbIGPAHO Ha CTOPOHE KNneHTa npv nomouim WebSDK. [ns aToro
Heo6X0AMMO YKasaTb UCMOJIb3yeMbl TPAHCMOPT B OMNUMUSAX NOTOKa Npu ero cosgaHuu ans
ny6nvkaumm (Hanpumep, no UDP)


file:///opt/TeamCityAgent/work/e8d9ff752ef6fac0/site/ru/WCS52/Streaming_video_functions/Working_with_the_server/Core_settings/Settings_file_flashphoner.properties.en.md

session.createStream({
name: streamName,
display: localVideo,
cachelLocalResources:
receiveVideo: false,

receiveAudio: false,
transport: "UDP"
}) .on(STREAM_STATUS.PUBLISHING, function (stream) {

ij:publish();

“nu BocnpoussegeHns (Hanpumep, no TCP)

session.createStream({
name: streamName,
display: remoteVideo,
transport: "TCP"
}) .on(STREAM_STATUS.PENDING, function (stream) {

iﬁzplay();

KpaTkoe pyKoBOACTBO MO TECTUPOBAHMIO

1. Ana Tecta ucnosb3syem:

2. WCS cepBep

3. Be6G-npunoxeHune Two Way Streaming anst ny6amkawmm U BOCNpou3BeaeHnsi NnoToka B
6pay3epe Chrome

4. 0TKpoiiTe Be6 npunoxernne Two Way Streaming, HaxxmuTe BBEANTE UMSA
noToka test n HaxxmuTe [IIERND. HauHeTcs ny6nmMkaums noToka

Two-way Streaming
Player
test Stop test Play = Available
PUBLISHING STOFPED
wss.{ip11.flashphoner.com:8443 Disconnect
ESTABLISHED



https://demo.flashphoner.com/client2/examples/demo/streaming/two_way_streaming/two_way_streaming.html

5. 4T06bl y6eanTbCA, YTO NOTOK OTNpaBnsAeTca Ha cepBep, oTKpoiTe [ A I ad o

internals

¥ Stats graphs for ssrc_3239846956_send (ssrc) (video)

bitsSentPersSecond framesEncoded packetsLost
800k 8k
u |"“’A‘Yi'C-CT] )
[0k 4k
el o) 2k
Ok Ok

2:50:00 AM 11:00:00 AM 11:01:00 AM 11:02:00 AM 11:03:00 AM 2:50:00 AM 11:00:00 AM 11:01:00 AM 11:02:00 AM 11:03:00 AM 2:50:00 AM 11:00:00 AM 11:01:00 AM 11:02:00 AM 11:03:00 AM

gpSum googAdaptationChanges googAvgEncodeMs
150k 4
3
Ok | 0
2:50:00 AM 11:00:00 AM 11:01:00 AM 11:02:00 AM 11:03:00 AM 2:50:00 AM 11:00:00 AM 11:01:00 AM 11:02:00 AM 11:03:00 AM 2:50:00 AM 11:00:00 AM 11:01:00 AM 11:02:00 AM 11:03:00 AM
googFirsReceived googFrameHeightSent googFrameRatelnput
——— ] 71 1] 40
200 .
dann 30
150
20
100
50 0
0 1]
2:50:00 AM 11:00:00 AM 11:01:00 AM 11:02:00 AM 11:03:00 AM 2:50:00 AM 11:00:00 AM 11:01:00 AM 11:02:00 AM 11:03:00 AM 2:50:00 AM 11:00:00 AM 11:01:00 AM 11:02:00 AM 11:03:00 AM

6. B okHe Player BBeauTe MMA NOTOKa n HaxxmuTe BN HauHeTca
BOCMpOM3BeaeHne My6aMKyemMoro noToka

Two-way Streaming

Local Player

r

ManyCam.com

test Stop test Stop Available
PUBLISHING PLAYING
wss:/ip11. flashphoner.com:8443 Disconnect

ESTABLISHED




7. Tpadukun BoCcnpon3BeaeHus

¥ Stats graphs for ssrc_564283803_recv (ssrc) (video)
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8. YT06bl y6eanTbCs, UTO ycTaHoBNeHo TCP coeanHeHWe, BbINOHWUTE Ha cepBepe
KoMaHzy

at -np | grep ESTABLISHED

PeaynbTaToM BbINOSIHEHUA 6y Ay T clieaytol e CTPOKHU

# Websocket session

tcp 0 0 192. 1. 192.168.
ESTABLISHED 7459/java

# publishing stream

tcp 0 0 192. .1.5:31030 192.168.
ESTABLISHED 7459/java

tcp 0 0 192. .1.5:31032 192.168.

ESTABLISHED 7459/java

# playing stream

tcp 0 112 192. .1.5:31038 192.168.
ESTABLISHED 7459/java

tcp 0 817 192. .1.5:31040 192.168.
ESTABLISHED 7459/java

3aecb
9.192.168.1.5-IP agpec WCS cepBepa
10.192.168.1.100 - IP agpec KnneHTa

N3BecTHble Npo6eMb



1. WebRTC coeguHeHune He ycTaHaBIMBAETCA B HEKOTOPbIX 6pay3epax, ecnu
Ha MK ncnonbayeTca 4ONONHUTENbHbIN ceTeBo MHTepdeiic (VPN)

e CuMnNTOMDI

My6nukaumsa n BocnponssegeHne WebRTC yepes TCP He pa6oTatoT

+/ PelweHune

OTKNOUYMTb BCE AOMNONHUTENbHbIE CeTeBble MHTepdelichbl, KpoMe nmerowero goctyn kK WCS

cepeepy.

2. WebRTC Bnaeo MoxeT He BocnpounssoanTbesa no TCP y Bcex
NOANMCYMKOB MOTOKA, ECNIN Y OAHOIO N3 NOAMUCUYNKOB NpobnemMbl Ha

KaHane

e CuMNTOMDI

He BOCNpPONU3BOANTCA BUAEO Y BCEX NOANMUCHYNKOB NOTOKaA, €C/in 'y O4HOro n3 noanmc4ymMkoB

npo6aemMbl Ha KaHane

</ PelweHune

McnonbsoBaTb non-blocking 10 npyn nomMoLy HacTPONKM

=true

3. WebRTC no TCP TpebyeT 60bLUe ornepaTMBHON NaMATN MO CPaBHEHUIO C
UDP npwu ncnonbsdosaHuu non-blocking 10

e CuMNTOMDI

Mpu Bo3pacTaHum TpaduKa Ha cepBepe, Pe3Ko pacTeT noTpebieHne onepaTMBHON NaMsATH,
BMJ/IOTb [0 3aBepLleHna paboTbl cepBepa




/ PeleHune

YBeNMUNTb KONIMYECTBO ONepaTUBHOM NaMATH Ha CEPBEPE, UCXOAA U3 pacyeTa

e 64 Gb RAM Ha 500 M6uT/c Tpaduka
e 128 GbRAM Ha 1 '6uT/c Tpaduka




